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Abstract

Sound Place Reproduction in Control Point Neighborhood in

Multi Input Signal Correction System

It is necessary to consider of affecting such as echo of indoor to achieve characteristic
of acorstic sound place in reproduction sound place. It is said that multi channel-
multipoint control system is effective as the reproduction method. However,this method
is not put to practical use , because it has the problem of becoming control syste
complexity by increasing in the number of speaker and an increase of a number of
arithmetic by reverberating tim etc. Multi input signal correction system was proposed
to this problem. Proposal technique consider correction only of targeted point. However,
correction neighborhood of point is not considered.

In this research, it proposes system that considered correction to controlled point
neighborhood by increasing controlled point in multi input signal correction system,
and the computer simulated in old technique and new technique. In these system,the

effectiveness of the proposal technique is confirmed by comparing the results.

key words multi input signal correction system, sound field reproduction,
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